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(57) Abstract: A VoIP gateway apparatus 
is used to provide an IP centrex service to 
accommodated devices. The VoIP gateway 
apparatus (1) assigns, to a call originated 
from an accommodated device (PBX2), a 
telephone number for which the number of 
simultaneous call connections has not reached 
a simultaneous connection tolerance number, 
and sends the call to an IP centrex network 
(5) with the assigned telephone number 
used as a calling number. The VoIP gateway 
apparatus (1) includes a number-of-calls 
management part (105) and a SIP processing 
part (104). The number-of-calls management 
part (105) manages the number of the current 
simultaneous call connections for each of 
the telephone . numbers as assigned to the 
apparatus. When a call is received from an 
accommodated device, a SIP processing part 
(104) selects, among the telephone numbers 
as assigned to the apparatus, a telephone 
number, for which the number of the current 
simultaneous call connections as managed by 
the number-of-calls management part (105) is 
smaller than the predetermined simultaneous 
connection tolerance number, and then 
transmits, to the IP centrex network (5), a SIP 
packet of a call control message to which the 
selected telephone number has been added as 
the calling number. 

mm*} 



WO 2005/060226 Al llllllllllllllinillllllllllllllllllllllllll 



(8i) *i£@(»*a)fci^y . ±T(oasco@rt«ffi^ 

FTfigj: AE, AG, AL, AM, AT, AU, AZ, BA, BB, BG, BR, 
BW, BY, BZ, CA, CH, CN, CO, CR, CU, CZ, DE, DK, DM, 
DZ, EC, EE, EG, ES, H, GB, GD, GE, GH, GM, HR, HU, 
ID, IL, IN, IS, KE, KG, KP, KR, KZ, LC, LK, LR, LS, LT, 
LU, LV, MA, MD, MG, MK, MN, MW, MX, MZ, NA, NI, 
NO, NZ, OM, PG, PH, PL, PT, RO, RU, SC, SD, SE, SG, 
SK, SL, SY, TJ, TM, TN, TR, TT, TZ, UA, UG, US, UZ, 
VC, VN, YU, ZA, ZM, ZW. 

(84) m^m (Bi^ou^m 1 ) . ita)aso)i£«fii 

3b< Rlfigj: ARIPO (BW, GH, GM, KE, LS, MW, MZ, NA, 
SD, SL, SZ, TZ, UG, ZM, ZW), JX— 5 S'T (AM, AZ, 



BY, KG, KZ, MD, RU, TJ, TM), 3 — O (AT, BE, 
BG, CH, CY, CZ, DE, DK, EE, ES, FI, FR, GB, GR, HU, 
IE, IS, IT, LT, LU, MC, NL, PL, PT, RO, SE, SI, SK, TR), 
OAPI (BF, BJ, CF, CG, CI, CM, GA, GN, GQ, GW, ML, 
MR, NE, SN, TD, TG). 



(57) ^&): Vo I P^-hOx>f3gm$ffllNT:iR#SSIC I P -fe > h U * * ex£Jg{ftT?££<fc 5 1=*" So 

Vo I — h'JX'fSSl f£ s iR^Sm (PBX2) *>e>(D$WIC*tLT. ^(^^}$g!Sl)b^B#}gS!it#® 



